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- ents to the Claims: 

This listing of claims will replace all prior versions, and listings, of claims in the application: 

Listing of Claims: 

1 . (Currently amended) Method for managing a packet switched, centralized 
conference call between a plurality of termmals (44), said method comprising at a conference 

call server (43): 

receiving streams of data packets from aU each of the plurality nf termini m 
participating in saM a conference call, whieh whemn_each_data packet includes packets 
mefede either voice data or background noise information as^eU-as and an identifier 
associated to with the respective terminal (44) providing the data packet s^eic^ata^ 
sai d bac kground nois o-i 



determining, based on said the received data packets, ifanv of the terminal 
Egticjpatjn^jnj^^ mA , f<n 

^LomejenniMls^entlv providing voice data nt least nnr trrmhial (13) mimnll^ 

^'^^^^^^ 

mixing saM reeled voice data and said^ved background noise information 
insjudgUn^^ to generate enca(]pA rnmhi ^ A A ^ ^ 

inserting said tlKLenco*^^ eeH^espendmg^e^h^Wd^ata^ into new 

ouibound data packets together with at4eas^ne 

jndjgajdc^^ provided anv voice data assnri -, feH w ^ ^ 

cojnbingddata for each outbound data packet : and 

Emitting streamin g s aid n o w the outbound data packets to the terminals (44) 
participating in said the conference call. 

2. (Currently amended) Method according to claim 1 , wherein said identifiers 
associated to said terminals (44) are identifiers associated randomly to said terminals (44) for 
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said conference call, sai4«e t ko^em^ the rtMiurther 

commmg receiving at said conference call server (43) eer^el packets from said terminals 
m participating in said conference call said central packets including a mapping of an 
identifier a^ated-a^iatimj a respective terminal (H) to an identification of said terminal 
m and forwarding data^^^ snapping 
Hveomm^-ets from said conference call server (43) to said terminals (43) participating in 
said conference call. 

3. (Canceled) 

4. (Currently amended) Method according to claim 1, wherein said conference 
call server (43) includes in said new <Aund data packets identifiers associated to terminals 
tm currently providing voice data as well as identifiers associated to terminals currently 
providing background noise information, a^e*Hd^^ 

information . 

5. (Currently amended) Method according to claim [[!]] 4, whe^rd 

^"^^ 
^^'^^ 

^^^^ wherein 
identifiers associated to terminals (43) which were determmed to provide voice data are 
separated by a marker from included identifiers associated to other terminals (43). 

6. (Currently amended) Method according to claim 5, wherein said marker 
corresponds to an identifier associated to said conference call server (43). 
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7. (Currently amended) Method accordmg to claim 1, wherein said conference 
call is based on the Real-time Transport Protocol (RTF), wherein said data packets are RTF 
packets, wherein said identifiers associated to said terminals (U) are Synchronization Source 
(SSRC) identifiers, and wherem said identifiers are mcluded by said conference call server 
(+2) in said new mrtbojmd data packets to a field provided in a packet header for a 
Contributing Source (CSRC) list. 

8. (Currently amended) Method according to claim 1, further comprising 
receiving said new outbound data packets transmitted by said conference call server (13) at a 
terminal participating in said conference call and pointing out an identification (^) 
of at least one terminal (45) determined to provide voice data to a user based on an identifier 
mcluded in said received new outbound data packets. 

9. (Canceled) 

10. (Canceled) 

1 1- (New) A method for identifying an active terminal of a plurality of terminals 

participating in a conference call: 

sending a first data packet from a first terminal participating in a conference call to a 
conference call server, wherein the first data packet includes background noise information 
and an identifier associated with the first terminal; 

receiving a second data packet from the conference call server at the first terminal 
wherem the second data packet includes the background noise information mixed with voice 
data from a second terminal participating in the conference call and an active terminal 
identifier associated with the second terminal; and 

presenting the active terminal identifier and an indicator at the first terminal wherem 
the ind.cator indicates that the second termmal sent the voice data to the conference call 
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12. (New) The method of Claim 11 wherein the conference call is based on a real- 
time transport protocol (RTF). 

13. (New) The method of Clam 12 wherein the first data packet and the second 
data packet are RTP packets. 

14. (New) A method for managing a packet switched, centralized conference call 
between a plurality of terminals, the method comprising: 

decoding a first data packet received from a first terminal of a plurality of terminals 
participating in a conference call at a conference call server, wherein the first data packet 
includes voice data and an identifier associated with the first terminal; 

decoding a second data packet received from a second terminal of the plurality of 
terminals participating in the conference call at the conference call server, wherein the second 
data packet includes background noise information; 

determining that the first data packet includes the voice data; 

mixing the decoded voice data and the decoded background noise information; 

inserting the mixed voice data and background noise information into a third data 
packet together with the identifier; and 

sending the third data packet to the plurality of terminals participating in the 

conference call. 

15. (New) The method of Claim 14 wherein the received second data packet 
further includes a second identifier associated with the second terminal. 

16. (New) The method of Claim 15 wherein the transmitted third data packet 

further includes the second identifier. 

1 7. (New) The method of Claim 1 6 wherein the identifier is included in the third 
pad u>a predetermined position relative to the second identifier. 
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18. (New) The method of Claim 17 wherein a third identifier associated with the 
conference call server is included as a marker in the third packet between the identifier and 

the second identifier. 

19. (New) The method of Claim 1 8 wherein the third identifier is included in the 
third packet in a plurality of positions. 

20. (New) The method of Claim 16 further comprising: 

receiving a fourth data packet from a third terminal participating in the conference 
call, wherein the fourth data packet includes second voice data-and a fourth identifier 
associated with the third terminal; 

determining that the fourth data packet includes the second voice data; and 

inserting the fourth identifier into the third data packet, wherein mixing the voice data 
and the background noise information includes the second voice data. 

21. (New) The method of Claim 20 wherein a third identifier associated with the 
conference call server is included as a marker in the third packet between the second 
identifier associated with a non-speaking terminal and the identifier and the fourth identifier 

associated with speaking terminals. 

22. (New) A method for managing a packet switched, centralized conference call 
between a plurality of terminals, the method comprising: 

receiving a stream of real-time transport protocol (RTF , packets from a plurality of 
terminals participating in a voice over Internet protocol (VoIP) conference call at a 

conference call server; 

decoding the received stream to extract background noise information and any voice 

data; 

determining if the decoded stream includes any voice data; 
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if the decoded stream includes voice data, extracting an identifier associated with a 
first terminal from which the decoded voice data is extracted; 

mixing the decoded voice data, if any, with the decoded background noise 

information; 

inserting the mixed voice data and background noise information and a header that 
includes the extracted identifier, if any, into an outbound RTP packet; and 

streaming the outbound RTP packet to the plurality of termmals participating in the 

VoIP conference call. 

23. (New) The method of Claim 22 wherein the decoded stream includes voice 
data from a first plurality of terminals, and further wherein identifiers associated with the first 
plurality of terminals are inserted in the header. 

24. (New) The method of Claim 23 wherein the decoded stream includes 
background noise information from a second plurality of terminals, and further wherein 
second identifiers associated with the second plurality of terminals are inserted in the header, 

25. (New) The method of Claim 24 wherein a server identifier associated with the 
conference call server 1S included in the header as a marker between the identifiers associated 
with the first plurality of terminals and the second identifier associated with the second 

plurality of terminals. 

26. (New) The method of Claim 25 wherein the server identifier is further 
included in the header before the identifiers associated with the first plurality of terminals. 
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